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Please amend the claims as follows: 
Please cancel claims 10, 11, 13, and 19. 

1 (currently amended). A telephony communications network comprising: 

a telephony unit generating a private telephony signaling code, the telephoT^y a 
Session InitLation Protoco l (SIP^ user agent: 

a translator coupled to the telqjhony unit, the translator enci^sulating the private 
telephony signaling code in a application layer control protocol message, the application laYSr 
control protocol is a SIP; and 

a communications interface coupled to the translator for transmitting the message over a 

communications network. 

2(previously presented). The network of claim 1 further comprising: 
one or more second telephony units; and 

one or more second translators coupled to the one or more second telephony units, 
characterized in that the one or more second translators receive the message transmitted over the 
communications network and decapsulatc the private telephony signaling code in fhc message, 
ftirther characterized in that the one or more second translators forward the private telephony 
signaling code to the one or more second telephony units for performing a function in response 
to the private telephony signaling code. 

3(original). The network of claim 2 further comprising a server for routing the 
message to the one or more second translators. 

4(original). The network of claim 3, wherein the server provides a thuxi party service 
for the telq)hony unit. 
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5(ongmal). Tli«5netWQiKoi«««" messaee to the viable 

translators. 

m=««. in out-of-cidl data t«»f«. 

exchange imit. 

10'll(canceled). 

.«c„— -o*^"^"^"' 

. . • <'«iTP^ session, the network comprising: 

a translator coupled ^ f 

ij^. the translator configured to encapsulate and P ^,^,^ty 
codesinandftomtheSP messages for allo^vingtl^e SIP cuent access to PBX 

associated with the private telephony signaling codes. 
13-15 (canceled). 
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1 6(previously presented) . In a telephony communications network comprising a 
telephony tmit and a transktor coupled to the telephony unit, the transU^^^ 

a signaling interface receiving a private telephony signaling code; 

a processor coupled to the signaling interface, the processor configured to encapsulate the 
private telephony signaling code in a session layer control protocol messag e the f^em^m 
c ontrol protocol heme a S ession Initiation Protocol (Sgy, 
' ^hs telqihonY "^^^ a^eat and 

a network interface coupled to the processor for transmitting the message over a 
communications network. 

17(previously presented). The translator of claim 16. wherein the processor is further 
configured to decapsulate a second private telephony signaling code in a second session layer 
control protocol message received by the network interface for forwarding to the telephony unit 
over the signaling interface. 

18-19 (cianceled), 

20(original). The translator of claim 16, wherein the telephony unit is a digital 
telephone. 

21(original). The translator of claim 16, wherein the telephony unit is a private branch 
exchange unit. 

22-28 (canceled) 
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